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ABSTRACT

Videos contain a wealth of information, and generating detailed and accurate de-
scriptions in natural language is a key aspect of video understanding. In this paper,
we present video-SALMONN 2, an advanced audio-visual large language model
(LLM) with low-rank adaptation (LoRA) designed for enhanced video (with
paired audio) captioning through directed preference optimization (DPO). We pro-
pose new metrics to evaluate the completeness and accuracy of video descriptions,
which are optimized using DPO. To further improve training, we introduce a novel
multi-round DPO (mrDPO) approach, which involves periodically updating the
DPO reference model, merging and re-initializing the LoRA module as a proxy
for parameter updates after each training round (1,000 steps), and incorporating
guidance from ground-truth video captions to stabilize the process. To address
potential catastrophic forgetting of non-captioning abilities due to mrDPO, we
propose rebirth tuning, which finetunes the pre-DPO LLM by using the captions
generated by the mrDPO-trained model as supervised labels. Experiments show
that mrDPO significantly enhances video-SALMONN 2’s captioning accuracy, re-
ducing global and local error rates by 40% and 20%, respectively, while decreas-
ing the repetition rate by 35%. The final video-SALMONN 2 model, with just 7
billion parameters, surpasses leading models such as GPT-4o and Gemini-1.5-Pro
in video captioning tasks, while maintaining competitive performance to the state-
of-the-art on widely used video question-answering benchmark among models of
similar size. Upon acceptance, we will release the code, model checkpoints, and
training and test data. Demos are available at https://video-salmonn-2.github.io.

1 INTRODUCTION

Large language models (LLMs) have exhibited outstanding capabilities in a wide range of natu-
ral language processing (NLP) tasks, and in some instances, have even approached human-level
performance (OpenAI et al., 2024; Dubey et al., 2024; Touvron et al., 2023; Du et al., 2022; Bai
et al., 2023a). LLMs’ remarkable ability to understand, generate, and reason with text has sparked
widespread interest among researchers, attracting both academia and industry to extend them to mul-
timodal understanding and generation. To endow LLMs with multimodal understanding capability,
recent studies adopted a paradigm of training modality adapters and aligners between multi-modal
encoders and LLMs. This approach leverages world knowledge in the textual LLM to interpret
diverse types of data perceived by multimodal encoders, enabling the generation of meaningful in-
sights. Over the past two years, many multimodal LLMs have emerged following this paradigm
across different modalities. These include models for image and silent video understanding (Liu
et al., 2024b;a; Li et al., 2023; Bai et al., 2023b; Lin et al., 2023; Chen et al., 2023; Lin et al., 2024;
Chen et al., 2024), audio understanding (Wu et al., 2023; Tang et al., 2024b; Chu et al., 2023; 2024;
Gong et al., 2024; 2023; Tang et al., 2024c; Zheng et al., 2024), and audio-visual understanding
(Team et al., 2024; Cheng et al., 2024; Sun et al., 2024; Fu et al., 2024b; Tang et al., 2024d).
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Text descriptions of multimodal data are critical for building multimodal LLMs. This is because
most contemporary multimodal LLMs treat multimodal captions as a cornerstone task during pre-
training or supervised fine-tuning (SFT), to align the representation spaces of multimodal encoders
with that of textual large language models, helping LLMs recognise and understand events in mul-
timodal data. Thus, collecting high-quality text descriptions paired with multimodal data is crucial
for constructing high-performance multimodal LLMs, which implies training the model with more
detailed and less hallucinated labels aligned with the multimodal data that could enhance the LLM’s
ability to perform multimodal understanding and reasoning. In video understanding, generating
detailed and accurate captions is crucial but challenging, as videos contain rich content that encom-
passes not only spatial features within individual visual frames but also audio-visual events that
unfold across multiple frames over time. However, very few multimodal LLM-related works focus
on improving the quality of video captions, due to the lack of quantitative metrics for evaluating
video captions and the absence of training methods to enhance the completeness of these descrip-
tions while reducing the risks of hallucination. Additionally, while audio is typically paired with
video and provides crucial, complementary information to the visual content, most current visual
LLMs lack audio-understanding abilities, leading to the omission of audio information in the gener-
ated captions.

In this paper, we introduce video-SALMONN 2, a multimodal LLM that supports both audio and
visual inputs and primarily focuses on detailed and holistic audio-visual captioning. Building upon
an already well-trained visual LLM, video-SALMONN 2 is further enhanced with auditory capabil-
ities by training on audio-only data as well as videos with synchronized audio tracks. This enables
the model to simultaneously “see” and “hear” the video, emulating the way humans perceive and
interpret multimedia content. To accurately assess the performance of the model, new metrics to
evaluate captioning quality are proposed, which then serve as the objective to optimize during rein-
forcement learning (RL) based on direct preference optimization (DPO). A novel multi-round DPO
(mrDPO) is proposed and performed based on the preferences guided by the metrics, followed by
a novel rebirth tuning stage to avoid the degradation of the non-captioning abilities caused by the
mrDPO. The rebirth tuning leverages the post-mrDPO model to revise the captions of the videos in
the training set, and trains the model after audio modality alignment using supervised fine-tuning
(SFT) with the revised training data. Experiments demonstrate that video-SALMONN 2 with 7 bil-
lion (B) parameters can generate complete and accurate video descriptions and even outperforms
much larger commercial multimodal LLMs such as GPT-4o and Gemini-1.5-Pro, and it also main-
tains competitive performance to the state-of-the-art (SOTA) multimodal LLM of similar model size
on the commonly used Video-MME (Fu et al., 2024a) video question-answering (QA) benchmark.

The main contributions of this work can be summarised as follows:

• We develop video-SALMONN 2, a powerful audio-visual LLM that generates high-quality video
captions, outperforming larger commercial models such as GPT-4o and Gemini-1.5 in terms of
completeness and accuracy.

• We introduce an evaluation pipeline that computes the missing and hallucination rates of audio-
visual events in video captions using text-based LLMs, breaking down the process into sub-tasks
suited for current LLMs. Additionally, we provide a new benchmark for video captioning with a
human-annotated test set.

• We propose the mrDPO approach to optimize multimodal LLMs for video captioning, incor-
porating periodic updates to the DPO reference model, merging and reinitializing the low-rank
adaptation (LoRA) (Hu et al., 2022) module, and smoothing the training loss using SFT based on
ground-truth captions. To our knowledge, this is the first work applying RL to audio-visual LLMs.

• We introduce rebirth tuning to ensure the resulting model maintains high performance in both
captioning and non-captioning tasks. The mrDPO process, followed by rebirth tuning, can be
iteratively applied to further enhance performance.

2 RELATED WORK

2.1 MULTIMODAL LLMS

Following the paradigm of connecting multimodal encoders to LLMs using modality adapters, var-
ious models have been developed. For image-based LLMs, LLaVA (Liu et al., 2024b;a) applies
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instruction tuning (Wei et al., 2022) to enhance performance on zero-shot tasks. BLIP-2 (Li et al.,
2023) uses Q-Former to link a frozen encoder with an LLM, while VILA (Lin et al., 2023) explores
pre-training strategies, achieving impressive results in video QA. InternVL (Chen et al., 2023) scales
up the size of visual encoders for improved image representation. For silent video understanding,
Video-LLaVA (Lin et al., 2024) aligns both image and video adapters to learn unified representa-
tions. ShareGPT4Video (Chen et al., 2024) uses GPT-4 to generate dense video captions, improving
data quality, and LLaVA-Hound (Zhang et al., 2024) introduces DPO to enhance video LLMs’ un-
derstanding capabilities.

In the realm of audio perception, SALMONN (Tang et al., 2024b) uses a dual-encoder structure and
can perform zero-shot audio reasoning tasks. LTU (Gong et al., 2024) and LTU-AS (Gong et al.,
2023) trained on a large audio question-answering dataset are able to answer open-ended questions
about audio. Qwen-Audio (Chu et al., 2023) and Qwen2-Audio (Chu et al., 2024) are built on large
amounts of audio data to achieve high performance on a wide range of carefully selected audio tasks.
Zheng et al. (2024) and Tang et al. (2024c) extend the LLM to perceive spatial audio information
obtained from microphone array recordings.

As the visual frame sequence is often paired with audio in real-world video recordings, some stud-
ies investigate understanding non-silent video. video-SALMONN (Sun et al., 2024) uses a multi-
resolution causal Q-Former to understand audio and video simultaneously. The Google Gemini
model achieves video understanding as a native multimodal LLM built upon text, audio, and visual
tokens (Team et al., 2024). AVicuna (Tang et al., 2024d) achieves audio-visual temporal under-
standing by introducing pseudo-untrimmed video data. Video-LLaMA (Zhang et al., 2023) and
Video-LLaMA 2 (Cheng et al., 2024) directly concatenating audio and visual tokens for joint audio
and video understanding.

2.2 RL FOR LLMS

RL with human feedback (RLHF) (Ouyang et al., 2022) is commonly used to enhance text-based
LLMs, with early efforts applying PPO (Schulman et al., 2017) alongside a reward model trained
on human preference data. Building on this, DPO (Rafailov et al., 2024) proposes that the LLM
itself can serve as a reward model, using paired preference data to optimize the model without the
need for an external reward model. KTO (Ethayarajh et al., 2024) further eliminates the need for
paired preference data. Expanding on this, RLAIF (Lee et al., 2023) takes a cost-efficient approach
by utilizing feedback generated automatically by models, reducing reliance on human involvement.

3 METHODS

3.1 MODEL ARCHITECTURE

The overall architecture of our model is illustrated in Fig. 1. The paired sequences of audio and
visual frames from each video are fed into the audio and visual encoders separately. Users can
provide textual prompts to guide the model in performing specific tasks based on the video content.
This structure is implemented by incorporating a separate audio encoder branch to a pre-trained
visual LLM, which enables the model to process and understand paired audio-visual sequences
without degrading its visual performance.

In this structure, audio and visual tokens are computed independently in their respective branches.
For the visual branch, the input visual frame sequence is first downsampled at a fixed frame rate of
ϕ frame/second, and the total number of frames to sample is n = ϕT , where T is the duration of the
input video in seconds. Let m be the maximum number of frames to sample based on the resource
constraint. If n > m, the frame rate is further reduced to ϕ′ = ⌊m/T ⌋, resulting in n = ϕ′T ≤ m.
Let Ii be the ith sampled visual frame, and each visual frame in I1, I2, . . . , In is transformed to
visual tokens independently using a pre-trained visual encoder EncoderVisual followed by a visual
modality aligner AlignerVisual, as shown in Eqn. (1):

HVisual
i = AlignerVisual(EncoderVisual(Ii)), 1 ≤ i ≤ n, (1)

where HVi represents the visual tokens corresponding to Ii.
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Figure 1: The overall structure of video-SALMONN 2. The input video is processed separately by
the visual and audio branches, generating visual and audio tokens from the visual and audio frame
sequences. Next, the visual and audio tokens are interleaved synchronously, and combined with the
tokens of the text prompt to form the input to the LLM backbone.

The audio frame sequence S is fed into a pre-trained audio encoder EncoderAudio. Since EncoderAudio
may have a maximum processing duration tmax, the audio will be sliced into l = ⌈T/tmax⌉ segments
of tmax-length and processed separately by EncoderAudio, as shown in Eqn. (2):

ZAudio
j = EncoderAudio(S(j−1)×tmax:j×tmax), 1 ≤ j ≤ l, (2)

where ZAudio
j is the audio feature vector output by the audio encoder of the jth audio segment.

As suggested by Yu et al. (2024), a segment-level positional embedding is added before the modality
aligner to improve the performance of long-form audio. Denote ZPos

j as the segment-level position
embedding matrix corresponding to the position j, Concat(·) as the concatenation operation along
the time dimension, and AlignerAudio as the audio modality aligner. The audio token sequence HAudio

for the whole audio can be computed as Eqn. (3)–(5) shown:

Z̃Audio
j = ZAudio

j + ZPos
j , 1 ≤ j ≤ l (3)

Z̃Audio = Concat(Z̃Audio
1 , Z̃Audio

2 , . . . , Z̃Audio
l ) (4)

HAudio = AlignerAudio(Z̃
Audio). (5)

Next, the audio and visual tokens are interleaved chronologically to form the input audio-visual
token sequence H fed into the LLM backbone, and H is obtained based on Eqn. (6)–(8) by

αi = l · i/n, 1 ≤ i ≤ n (6)

Hi = Concat(HVisual
i ,HAudio

αi−1:αi
), 1 ≤ i ≤ n (7)

H = Concat(H1,H2, . . . ,Hn). (8)
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Finally, the text-based backbone LLM is required to generate a text response Ŷ given the user’s text
prompt P and the audio-visual token sequence H:

Ŷ = argmaxY P (Y|P,H). (9)

3.2 TRAINING STRATEGIES

To introduce audio perceptual capabilities to the visual LLM, we employ a multi-stage training
approach that enables the model to fully utilize audio information for video understanding while
maintaining its performance in processing visual data. Building on a well-trained visual LLM, the
training proceeds through several stages: audio modality alignment, audio-visual SFT, RL based on
the proposed mrDPO, and the newly introduced rebirth tuning. For the pre-trained visual LLM that
already understands video, with the LLM, visual aligner, and visual encoder well-initialized, both
the LLM and video branch are kept frozen during all training stages. Similarly, the audio encoder
parameters remain fixed, as they have already been trained on a large-scale audio dataset.

Audio modality alignment extends the visual LLM by adding a parallel audio branch, enabling
auditory perception capabilities. During this stage, only the audio aligner is trained on a large audio
dataset, while the rest of the model remains frozen to preserve its original visual understanding
performance. Since the focus is exclusively on learning the audio branch, only audio data is needed
for training.

After audio modality alignment, the backbone LLM can recognize both visual and audio tokens.
However, due to the lack of training with paired audio and visual token sequences, the model is
not yet capable of synchronizing and integrating audio-visual information for comprehensive video
understanding. To address this, we conduct audio-visual SFT using supervised video data. To
improve the backbone LLM’s ability to process audio-visual token sequences, LoRA (Hu et al.,
2022) is applied and trained during this stage. Additionally, the audio aligner is trained to align the
output of the audio encoder with the input representation space of the LLM, making it easier for the
backbone LLM to interpret audio tokens.

Although the model demonstrates the ability to describe synchronized audio-visual information in
video after SFT, several issues persist, including missing information, hallucinations, and repetitive
decoding. To address these shortcomings, we apply RL based on mrDPO to improve the model’s
performance. Additionally, we introduce rebirth tuning after RL to further enhance the model’s
performance in non-captioning tasks. Fig. 2 provides an overview of the entire training process
involving mrDPO and rebirth tuning, with further details explained in Sections 3.3 and 3.4.

SFT Model SFT 
LoRA RL r1 r1 

LoRA
SFT 

LoRA RL r2 r1 
LoRA

SFT 
LoRA

r2 
LoRA

……

RL rn LoRAs rn
LoRARebirth Model SFT 

LoRA

5. Rebirth Tuning

LLM

2. SFT 3. mrDPO
4. Data Generation

🔥

🔥🔥

🔥🔥

Visual LLM

Audio-Visual LLM

1. Audio Alignment
0. Visual Training

Figure 2: An overview of the complete training process includes audio modality alignment, SFT,
mrDPO, and rebirth tuning. LoRA is introduced during the SFT stage, and a new LoRA proxy is
added to the LLM before each round of DPO. After multiple rounds of DPO, the model generates
new data, which is then utilized during rebirth tuning to further refine the model.

3.3 RL STAGE WITH MRDPO

We aim to leverage RL to improve the quality of video captions generated by the model. To estab-
lish an effective method for evaluating the completeness of video captions, we propose using atomic
events as a bridge to automatically assess the preference of caption samples through artificial intel-
ligence (AI) feedback, guiding the model to produce more accurate and detailed video descriptions.
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Labelled Caption

…

Model
Sample 1

Sample 2

DPO

Hallucination Rate:
Sample 1: 0.5
Sample 2: 0.2
Missing Rate:

…

Chosen: 2

Rejected: 1
GPT

GPT

Atomic Event List
• The white haired woman says “The party is over, close the gate.”
• The white haired woman uses magic and freezes the ground.
• ……

Figure 3: The pipeline for mrDPO in video captioning uses GPT to process the video’s atomic event
list to automatically identify preferred and dispreferred caption samples generated by the model.
These sample pairs are then utilized in applying DPO-based RL algorithms. This process can be
repeated over multiple rounds to iteratively enhance performance.

The pipeline for selecting preferred samples when applying RL to video-SALMONN 2 is illustrated
in Fig. 3. First, distinct video captions are sampled from the model’s output distribution, given the
input video. These captions may be either global captions describing the entire video or local cap-
tions focusing on a specific time interval. To determine the preferred sample for global captions, the
labelled caption of the input video is fed into a powerful text LLM, which is tasked with breaking
down the caption into basic atomic events. This is relatively straightforward for commercial LLMs
like GPT-3.5 and GPT-4o, and the resulting atomic events are generally reasonable. Next, the text
LLM is used to evaluate the caption by identifying missed or hallucinated events, calculating the
information missing and hallucination rates. The total error rate is the sum of the missing and
hallucination rates. For local captions, a similar evaluation process is followed, with atomic events
being extracted using Gemini-1.5-Pro (as detailed in Appendix A). In addition to metrics based on
atomic events, we also consider the repetition rate of the video captions. The calculation procedure
for this is provided in Appendix B. DPO (Rafailov et al., 2024) is applied as the main RL method
based on automatic AI feedback. We assume that only sample pairs with significant metric differ-
ences are suitable for RL. Therefore, sample pairs with minimal gaps in metrics are excluded from
the RL training set.

Unlike previous approaches that applied only single-round DPO to multimodal LLMs, we introduce
a multi-round strategy, as prolonged offline training with a single round fails to optimize the model
effectively due to the reference model being biased against the most recent model update in the DPO
algorithm. In the multi-round framework, at each tth round, the following steps are taken to perform
DPO training for the current round.

1. First, pre-trained LoRA module ∆t−1 is merged into the LLM backbone Λt−1 to derive a new
LLM backbone Λt that is equivalent to Λt−1 with ∆t−1, based on Eqn. (10):

Wt = Wt−1 + αAt−1Bt−1, (10)
where Wt and Wt−1 are the weight parameters to adapt in Λt and Λt−1, α is the scaling factor
of LoRA, r is the rank of LoRA, d is the dimension of Wt−1. At−1 ∈ Rd×r and Bt−1 ∈ Rr×d

are the low-rank matrix parameters of LoRA in the previous round t− 1, and W ∈ Rd×d is the
parameter of LLM backbone.

2. Next, the new LLM backbone Λt is paired with a new randomly initialized LoRA module ∆̃t,
forming the policy model for round t. To address the issue of the increasing difference between
the reference and policy models caused by freezing the reference model in standard DPO, Λt is
used as the updated reference model used in round t.

3. At last, ∆̃t is trained to obtain a well-trained ∆t, which can be achieved using the standard DPO
loss. However, after multiple training rounds, the model starts to produce unnatural language
patterns such as unintelligible or meaningless sentences. To alleviate this issue by stabilizing the
training, a guided DPO (gDPO) loss is proposed as

LgDPO(πθ;πref) = LDPO(πθ;πref) + λE(x,ygt)∼Dgt log πθ(ygt|x), (11)
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where LDPO is the standard DPO loss, πθ = {Λt, ∆̃t} and πref = Λt represent the policy and
reference models, respectively. Dgt denotes the SFT training dataset, where (x,ygt) corresponds
to a video and its paired ground-truth text description, randomly selected from Dgt. Finally,
λ is the weight of the second regularization term, which corresponds to cross-entropy learning
towards the ground-truth text descriptions without unnatural patterns.

These steps complete the training for a single round. Our proposed mrDPO is implemented by
repeating these steps across multiple rounds. Notably, by merging ∆t−1 into Λt−1 and equipping
the resulting Λt with a new LoRA module ∆̃t, the new ∆̃t functions as a LoRA proxy for parameter
updates. This proxy helps regularize the training by introducing a new random initialization at each
round of mrDPO.

3.4 REBIRTH TUNING

After multiple rounds of iteration with the LoRA proxy, the model demonstrates significant improve-
ments in captioning, showcasing the strong potential for audio-visual understanding. However, de-
spite efforts to preserve its language abilities, the model gradually begins to produce repetitive and
unnatural text patterns in its responses. In some cases, its benchmark performance remains high
even if unnatural patterns appear. We believe this issue arises because RL methods primarily opti-
mize the model’s output distribution using self-generated data. As a result, the model may overfit
the feedback provided by AI models that mismatch with real human preferences, leading it to adopt
these unnatural patterns. This tendency can cause a collapse in the model’s output distribution, re-
sulting in frequent incoherent or repetitive outputs, and considerable declining performances on the
non-captioning tasks.

Rebirth tuning is introduced to address the issue of declining non-captioning language abilities.
This method applies teacher-forcing training on self-generated data, promoting a more stable learn-
ing process for video understanding. Teacher-forcing, which guides the model to predict the next
token, helps prevent it from converging on limited and repetitive patterns. More specifically, be-
fore applying rebirth tuning, mrDPO is halted once we observe a significant decline in the model’s
language capabilities. The final iteration of the model, which excels at generating complete and ac-
curate video descriptions, is then used to label a large dataset of videos. Since the model’s language
abilities remain relatively intact, natural and fluent descriptions can be easily filtered by detecting
problematic patterns, with the remaining high-quality descriptions used as training data for rebirth
tuning.

Rebirth tuning is applied to the model after audio modality alignment, allowing it to be ”reborn”
from self-generated high-quality data to enhance video understanding. Following rebirth tuning,
the model not only avoids catastrophic forgetting of non-captioning abilities but also supports the
development of the next generation of models by applying mrDPO, followed by the subsequent stage
of rebirth tuning.

4 EXPERIMENTAL SETUP

4.1 MODEL SPECIFICATIONS

video-SALMONN 2 is built on an internally trained high-performance visual LLM. This visual
LLM uses SigLIP (Zhai et al., 2023) as the visual encoder, Qwen 1.5 with 7B parameters as the
backbone LLM, and two linear layers with GELU activation function (Hendrycks & Gimpel, 2016)
as the visual aligner. The model processes video frames at a frame rate of 1 (i.e., ϕ = 1), and can
handle up to 30 frames. For videos longer than 30 seconds, 30 frames are uniformly sampled from
the video.

For the audio branch, we use the Whisper-Large-v3 encoder (Radford et al., 2023) as the audio
encoder, and a window-level Q-Former (Tang et al., 2024a) with a window length of 0.2 seconds
as the audio aligner, producing a total of 150 audio tokens for a 30-second input. The Whisper
encoder has a maximum processing duration of tmax = 30 seconds. The rank r and scaling factor
α of LoRA are set to 256 and 2.0, respectively. During training, the visual encoder, visual aligner,
audio encoder, and LLM remain frozen.
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4.2 DATA AND TRAINING SPECIFICATIONS

During the audio modality alignment stage, LibriSpeech-960h (Panayotov et al., 2015) and Audio-
Caps (Kim et al., 2019) are used to train the audio aligner. LibriSpeech-960h is utilized for speech
recognition training, while AudioCaps is employed for audio captioning training.

In the audio-visual SFT stage, experiments are conducted using an internal video dataset that will
be released upon acceptance. A total of 13k videos with rich audio information are automatically
selected, and high-quality audio-visual captions are regenerated with the assistance of GPT-4o (Ope-
nAI et al., 2024), Whisper-Large-v3 (Radford et al., 2023), and SALMONN (Tang et al., 2024b).
The detailed pipeline is described in Appendix C. Additionally, to further enhance the quality of the
SFT data, around 1.5k video captions were manually refined.

In the RL stage, two kinds of tasks are studied: global captioning for the whole video and local
captioning for a given time interval. Before each round, a pair of captions for both global and local
captioning are sampled from the model for each video in SFT data, respectively. We consider the
information missing rate, hallucination rate, and repetition rate to determine whether a sample pair
is suitable for DPO and determine the chosen and rejected samples if yes. The selecting methods
for each round are listed in Appendix F.

After mrDPO, the language abilities of the model are reduced. We stop RL training once significant
degradation in language abilities is detected. The checkpoint of the last DPO round is used to label
captions of a large number of videos. Unnatural captions are eliminated, and the remaining high-
quality captions form the training data for the rebirth tuning stage.

For the test dataset, we curated a video captioning benchmark to evaluate the event missing rate
(Miss), hallucination rate (Hall), and text repetition rate (Rep). Details of the test data and evaluation
process can be found in Appendix D and Appendix E, respectively. The benchmark consists of 483
carefully selected videos, each labelled with complete audio-visual captions by human annotators.
Atomic events for the test dataset were initially obtained using GPT-4o and then manually refined.
For local captioning, we used Gemini-1.5-Pro (Team et al., 2024) to tag the start and end times of
each event within specific time intervals. Since Gemini could not process some videos, only 457
videos were used for the local captioning evaluation.

Regarding training settings, we conducted audio modality alignment using 8×A100 GPUs for 35k
steps and audio-visual SFT using 16×A100 GPUs for 4 epochs. Each RL round was trained with
64×A100 GPUs for 1k steps. After six rounds of mrDPO training, rebirth tuning was performed.
During the rebirth tuning stage, we used 64×A100 GPUs and trained for 4 epochs. The batch size
per device was set to 1, making the total batch size equal to the number of devices. The weight λ
in Eqn. (11) was set to 0.1 for all related experiments. The final video-SALMONN 2 model was
obtained after one round of gDPO training following rebirth tuning.

5 EXPERIMENTAL RESULTS

5.1 OVERALL RESULTS

The results of our video captioning benchmarks are presented in Table 1. video-SALMONN 2
outperforms other models in both information missing and hallucination rates for global and local
captioning. Among existing open-source multimodal LLMs, few can provide detailed and accurate
video descriptions, whether purely visual models like Video-LLaVA (Lin et al., 2024) and VILA
(Lin et al., 2023), or audio-visual models like Video-LLaMA 2 (Cheng et al., 2024) and video-
SALMONN (Sun et al., 2024). Notably, many open-source models, such as Video-LLaVA and
Video-LLaMA 2, tend to generate shorter captions, leading to high information missing rates but
low hallucination rates. GPT-4o and Gemini-1.5-Pro can generate more detailed captions and are of
higher quality than current open-source models. However, the purely visual version of GPT-4o lacks
audio comprehension, and Gemini’s understanding of visual content is somewhat limited, resulting
in both models exhibiting some degree of information missing and hallucination.

Our visual base model, trained on a large dataset of images and silent videos, is capable of generating
detailed text descriptions based solely on visual information, with a relatively low information miss-
ing rate. However, generating longer texts leads to a higher hallucination rate. After audio modality
alignment and audio-visual SFT, the model can leverage audio content to reduce both information
loss and hallucinations in its descriptions. However, the inclusion of audio tokens may confuse the
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visual LLM, resulting in frequent repetition during decoding. Building on the SFT model, we ap-
plied mrDPT and rebirth tuning, achieving approximately a 35% absolute reduction in the repetition
rate and absolute reductions of around 40% and 20% in the total error rate for global and local cap-
tioning, respectively. The final video-SALMONN 2 model outperforms some commercial models
like GPT-4o and Gemini-1.5-pro in video captioning. As an audio-visual LLM, video-SALMONN
2 retains strong visual understanding capabilities and performs well on various visual benchmarks,
such as Video-MME (Fu et al., 2024a). For more details, refer to Appendix G.

Table 1: Results of our benchmark for detailed video captioning evaluation. “A” and “V” refer to
the audio and visual modalities respectively. The repetition rate (Rep), event missing rate (Miss),
hallucination rate (Hall), and total error rate (Total = Miss + Hall) are assessed for the captions.
video-SALMONN 2, which undergoes an additional round of gDPO after rebirth tuning, achieves
the best performance in both global and local captioning, with the lowest total error rates.

Model Modality Global Local

%Rep↓ %Miss↓ %Hall↓ %Total↓ %Miss↓ %Hall↓ %Total↓
GPT-4o Visual V 3.6 16.6 17.2 33.8 35.3 30.7 66.0
Gemini-1.5-Pro A + V 1.3 21.8 16.5 38.3 36.9 17.2 54.1

7B Video-LLaVA V 13.2 65.3 5.4 70.7 59.1 9.4 68.5
8B VILA V 4.5 39.3 18.6 57.9 47.9 23.4 71.2
7B Video-LLaMA 2 A + V 5.7 56.8 8.9 65.7 47.6 14.3 61.9
13B video-SALMONN A + V 1.2 52.1 26.6 78.7 47.8 40.7 88.4

7B Ours-Visual Base V 11.8 29.8 30.0 59.7 36.1 46.1 82.2
7B Ours-SFT A + V 36.0 26.7 26.9 53.6 30.8 33.3 64.0
7B video-SALMONN 2 A + V 1.4 6.9 6.8 13.7 22.2 21.4 43.6

5.2 ANALYSIS OF MULTI-ROUND REINFORCEMENT LEARNING

This section explores various approaches to training in mrDPO. In terms of loss functions, we com-
pared the standard DPO loss, the proposed gDPO loss (which includes the regularisation term based
on the ground-truth captions), and a similar loss referred to as “cDPO”, which is the sum of DPO
loss and cross-entropy loss on chosen samples. Additionally, the LoRA proxy is evaluated against
directly tuning the model’s original LoRA, referred to as “Direct”. Fig. 4a presents the total er-
ror rates for global video captioning. Training is halted when unnatural captions begin to appear
frequently. Examples of such cases are provided in Appendix I.

Among the three loss functions, DPO shows the fastest improvement in captioning metrics, but
unfortunately, it also quickly leads to outputs with frequent unnatural patterns. This is likely because
the model only sees self-generated labels rather than ground-truth labels. cDPO faces the same
issue but performs worse than DPO. By incorporating loss on ground-truth labels, gDPO makes
the training process more stable, allowing the model to generate text responses without unnatural
patterns for a longer period of training across multiple RL rounds. This stability also preserves the
model’s potential for further improvement, with a significant drop in the error rate observed after
three rounds of mrDPO.

The LoRA proxy that randomly initializes a new LoRA module in each RL round, is found to be
more beneficial for mrDPO performance compared to directly training the same LoRA, especially
after over 4 gDPO rounds. This reveals that the regularisation effect introduced by the LoRA proxies
helps to alleviate over-fitting. Since gDPO with LoRA proxy performs the best for mrDPO, we use
the model after six gDPO rounds using LoRA proxy to generate captions for a large number of
videos. After excluding unnatural patterns, a total of 180k video captions remain for rebirth tuning.

5.3 ANALYSIS OF REBIRTH TUNING

While multiple rounds of mrDPO with LoRA proxy significantly improve video captioning perfor-
mance, they also lead to an increasing frequency of unnatural patterns in text responses. Table 2
shows the occurrence rate of these unnatural patterns in global captioning after each training stage.
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Figure 4: The comparison of different methods is shown in Fig. 4a. All models are trained either
until convergence or until they begin to frequently generate unnatural patterns. The dashed line in-
dicates that this round of RL resulted in a high frequency of unnatural text generation and, therefore,
cannot be considered a valid performance indicator for the model. Fig. 4b demonstrates that RL
after rebirth tuning achieves better performance, while mrDPO provides only minimal gains.

Table 2: The appearance rate of unnatural caption for global. We detect specific patterns that are
viewed as unnatural and count the frequency of occurrence of specific patterns on the test set over
mrDPO using gDPO with LoRA proxy. The results prove that mrDPO leads to a significant increase
in the appearance of unnatural captions, especially in the final converging rounds.

Stage SFT #Rounds of mrDPO Rebirth Tuning
1 2 3 4 5 6 7

%Unnatural Rate↓ 0.0 0.0 0.0 1.9 0.9 2.9 2.1 12.0 0.0

Through rebirth tuning, the backbone LLM discards the LoRA proxies and restores its ability to gen-
erate fluent captions. Additionally, the careful selection of rebirth-tuning data enhances data quality,
ensuring the model is fine-tuned with superior data, further boosting its overall performance.

Another notable effect of rebirth tuning is to sustain continued training. As shown in Fig. 4a, in
the later rounds of mrDPO, the model starts to gain less with each round and eventually converges.
The decline in the ability to generate fluent text responses is also more likely to occur in these later
rounds, suggesting that the model has fallen into a local minimum after mrDPO. However, after
the rebirth tuning stage, where only teacher-forcing training is applied, the model escapes the local
optimum from previous training and becomes receptive to further optimization with RL. Fig. 4b
compares gDPO after rebirth tuning with six rounds of gDPO with LoRA proxy. It is observed
that only minimal improvement can be achieved after sufficient RL rounds in terms of the total
error rate for global captioning, while an extra RL stage following rebirth tuning yields significant
performance gains once again. This suggests the potential of iterating mrDPO and rebirth tuning.

6 CONCLUSIONS

This work introduces video-SALMONN 2, a powerful audio-visual LLM designed for detailed video
captioning, and proposes the mrDPO method. To our knowledge, this is the first study of applying
RL to audio-visual LLMs in literature. New metrics are designed to evaluate the information miss-
ing and hallucination rates in video captions, which are used to guide sample selection for DPO. To
further stabilize training, the setting with novel gDPO and LoRA proxy is introduced. After mrDPO,
we propose a novel rebirth tuning method to restore LLM’s performance on non-captioning tasks.

10
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As a result, video-SALMONN 2 demonstrates significant improvements in video captioning, out-
performing notable models such as GPT-4o and Gemini-1.5-Pro, and setting a promising direction
for achieving detailed and accurate video captioning for video understanding.
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A PIPELINE FOR GETTING ATOMIC EVENTS IN A TIME INTERVAL

Gemini-1.5-Pro is used to obtain the atomic events in some time intervals. We input the video and
all its atomic events labelled by GPT to Gemini and ask it to tag the beginning and start time of each
atomic event. Events are then selected if their time intervals overlap with the given time interval.
We have checked this process to confirm that the atomic events obtained for the given time interval
are roughly accurate.

B CALCULATION PROCEDURE OF THE TEXT REPETITION RATE

The procedure to calculate the repetition rate of a long and detailed text is shown as follows:

1. Split the text into short phrases by punctuation;

2. Counting the number of occurrences of each phrase;

3. The number of recurring phrase words divided by the total number of words in the text is
the repetition rate.

C PIPELINE FOR LABELLING HIGH-QUALITY AUDIO-VISUAL CAPTIONS

To curate training data for supervised fine-tuning, we employ GPT-4o to label the visual content in
each frame, while SALMONN-13B and Whisper-Large-v3 are used to annotate the speech content
and audio events in the audio track. This process is illustrated in Figure 5. Our initial aim is to
automatically filter out videos that contain limited speech. We begin by slicing each video into 10-
second segments, with the audio from each segment analyzed by SALMONN to generate automatic
audio captions (AAC). These captions help us filter out videos that lack descriptive speech such as
”A man is speaking” or ”A woman says...”. This initial filtering step is somewhat coarse.

Next, the audio from each segment is processed by Whisper to produce automatic speech recognition
(ASR) results. If the transcribed text is too brief or nonsensical, the corresponding video is deemed
to lack rich audio content and is excluded from further consideration. For a video to be labelled, all
of its segments should pass this exclusion criterion.

The segments from the remaining videos are then sampled at a rate of 1 fps and fed into GPT-4o to
extract segment-level visual captions. Ultimately, the segment-level visual captions, AAC results,
and ASR results form the input to GPT-4o concurrently to generate a detailed global audio-visual
caption for each video.

Audio SALMONN Seg AAC

Video w/ Speech

Whisper

Seg ASR

GPT-4oAudio-Visual Caption

Video GPT-4o

Segment = 10 s

Seg Audio Caption

Video w/ SpeechSeg Video Caption

Figure 5: The pipeline for labelling videos with high-quality audio-visual captions.

14



Preprint under review

People
Blogs

17.2%

Howto
Style

9.7%

Education

8.7%Entertainment

13.9%

Film
Animation

4.6%

Sports

7.7%

Gaming

6.4%

Travel
Events

4.6%

Comedy

5.6%

Science
Technology

6.4%

News
Politics

4.3%
Pets
Animals

3.9% Autos
Vehicles

4.8%
Music2.3%

(a) Video type distribution.

30 36 42 48 54 60
Video Length (seconds)

0

50

100

150

200

250

V
id

eo
 C

ou
nt

48 42

77 75

241

(b) Video length distribution.

Figure 6: The basic information of our benchmark data.

D ABOUT THE TEST DATASET

Figure 6 shows the basic information of our caption benchmark. The benchmark covers 14 different
fields. All the videos are between 30s to 60s, with an average duration of 51s.

E PROCESS OF EVALUATING DETAILED CAPTIONS

To evaluate the specific video caption generated by our model, we first use GPT-3.5 or GPT-4o to
split the labelled caption of this video into several atomic events, where we use GPT-4o for the
test set and GPT-3.5 for the RL training set. Then, the list of atomic events and the caption to be
evaluated are simultaneously fed into GPT-3.5 to determine what events in the atomic event list
are missed and what events in the caption are hallucinated. Specifically, we ask GPT-3.5 to list all
the missing events and hallucination events for better evaluation precision. Note that events that
are described incorrectly are also regarded as hallucinations. The quotient between the number of
missing or hallucination events and the number of all events in the video is the final missing or
hallucination rate. For more robust testing, GPT-3.5 is used to evaluate 7 times for each caption and
the medium number of the metric is reported. We have manually confirmed that the score GPT-3.5
gives is roughly plausible.

F SAMPLES SELECTING METHODS FOR RL OF EACH ROUND

To achieve better performance and training efficiency, we take a specially designed strategy to select
proper preference pairs. A sample pair is selected if one sample is better than the other in all metrics
with a threshold. For global captioning, we consider global error rate ∆eg and global repetition rate
∆rg , while for local captioning we consider local error rate ∆et and local repetition rate ∆rt. Table
3 shows the threshold used in each round.

G RESULTS ON VISUAL QA BENCHMARKS

Since QA data is not seen during the mrDPO process, the model’s QA abilities decrease a lot after
mrDPO. Thanks to the rebirth tuning on captioning and QA, the non-captioning abilities are able to
recover. After one round of gDPO with a LoRA proxy, video-SALMONN 2 finally achieves detailed
and accurate captioning while getting competitive results compared to SOTA models of similar size
on QA benchmarks like Video-MME. Since video-SALMONN 2 cannot support very long audio,
we only consider the Video-MME Short set. Table 4 shows the results of our models, as well as
those of SOTA models of 7B and 8B.
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Table 3: The data selecting threshold used in each RL round. A negative number means that the
chosen sample can be worse than the rejected sample in this metric to some degree.

RL Round Threshold Used
∆eg ∆rg ∆et ∆rt

1 ≥ 5% ≥ 1% ≥ 20% ≥ 1%
2 ≥ 20% ≥ −1% ≥ 45% ≥ 0
3 ≥ 20% ≥ −1% ≥ 45% ≥ 0
4 ≥ 20% ≥ −1% ≥ 45% ≥ 0
5 ≥ 20% ≥ −1% ≥ 45% ≥ 0
6 ≥ 25% ≥ −1% ≥ 45% ≥ 0
7 ≥ 30% ≥ −1% ≥ 45% ≥ 0

Table 4: Accuracy results on Video-MME Short set.

(#Params) Model #Max Frames Video-MME Short↑
(8B) MiniCPM-V 2.6 64 71.3 1

(7B) Long-LLaVA 64 61.9 1

(7B) Ours-Visual Base 30 67.2
(7B) Ours-mrDPO 30 65.3
(7B) Ours-Rebirth 30 67.6
(7B) video-SALMONN 2 30 67.0

1 https://video-mme.github.io/home page.html#leaderboard.

H VIDEO CAPTIONING CASES OF VIDEO-SALMONN 2

Some video captioning cases generated by video-SALMONN 2 are shown in Figure 7 and Figure 8.
More demos can be found at https://video-salmonn-2.github.io.

I CASES OF UNNATURAL RESPONSES

Unnatural responses might be generated after multiple RL rounds. Figure 9 shows a caption gener-
ated by the model after 6 gDPO rounds with LoRA proxies, which contains some repeated patterns
that make the caption unnatural. Figure 10 shows a caption generated by the model after 5 classical
DPO rounds with LoRA proxies, which includes some strange characters and sentences.
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The video provides a detailed visual and audio description of a baseball game between the Colorado Rockies and the Los Angeles 
Dodgers, focusing on various key moments and players involved in the match.

The video starts with visually striking logos of the Colorado Rockies and the Los Angeles Dodgers superimposed over a cityscape 
background, indicating the teams involved in the game. The logos are prominently displayed with the city skyline in the 
background, setting the stage for the match. This transitions smoothly to a black screen, creating a brief pause before the scene 
shifts to a red screen displaying the text 'Game Recaps Presented By Adobe' along with the MLB logo and the slogan 'Make it a
home run at Adobe | MLB', indicating a sponsorship or recap segment of the video.

The audio aligns with the visuals as a commentator starts speaking: "Orioleo Reyes gets ready for his second start of the season. 
Began this home stand, got the win against Arizona on Tuesday and he'll make his second start of the year against Colorado." The
commentator provides context about the key players and the schedule of the game, setting the stage for the ensuing events.

The focus then shifts to a baseball field at night, showcasing a player in a white uniform with the number 7 walking towards the
pitcher's mound in a brightly lit stadium filled with enthusiastic spectators. The scoreboard and various advertisements are visible 
in the background, adding to the atmosphere of the game. The player approaches the mound, preparing to pitch, with another 
player in a gray uniform visible in the background, indicating the game is in progress. The overlay text at the bottom of the screen 
displays 'Spectrum SportsNet Mountain LA 50, AT&T Stadium 540, KDAY 88.5, 1-0, 1-0', indicating the broadcast network and 
the score of the game, suggesting it is a live broadcast of the match.

The audio continues with the commentator describing the action: "Yonut Hernandez-Daza back in that center field spot tonight 
and this is down the line and it's under the glove" The commentator provides further context about the players and their positions 
on the field, adding layers to the visual narrative.

The video progresses to a critical moment in the game where the pitcher in a white uniform prepares to throw the ball to the batter 
in a gray uniform. The scoreboard still shows the count as 0-1 and the score tied at 0-0, heightening the tension. The batter swings 
and successfully hits the ball, which is fielded by a player in a white uniform who throws it to first base. The batter is seen 
running towards first base, and the camera follows him as he rounds the base and heads towards second base. The clip concludes 
with the player in white standing near the field's fence, with the scoreboard overlay displaying 'URIAS' and 'MUNIZ' along with 
the count and score, indicating the current game status and the players involved in the play.

The audio complements the visuals with the commentator describing the play: "Very similar to what we saw with Max Moonis 
last night as he was unable to get the back hand down and it'll go as a" The commentator's narration aligns with the visual 
sequence, providing a seamless narrative thread through the match.

The final segment of the video continues with the aftermath of the play at first base. A player in a white uniform with 'MUNIZ' 
and the number 13 on the back is shown standing near the field's fence, with the scoreboard overlay confirming the tied score and 
the count. The player appears to be observing the field, likely reflecting on the play that just occurred. The clip emphasizes the 
player's presence and the environment around the field, suggesting a moment of reflection or transition in the game.

The audio and visuals come together to reinforce the conclusion of the play and the transition in the game: "Home run" is 
announced, bringing the clip to a thrilling end.

The entire video narrative seamlessly weaves through the key events and players involved in the match, providing both visual and
auditory context to the audience, making it a comprehensive and engaging recap of the baseball game between the Rockies and 
the Dodgers.

…

Figure 7: Case I generated by video-SALMONN 2.
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The video is a detailed visual explanation of various intriguing and surprising aspects that require a second look to fully 
understand, accompanied by continuous narration that aligns with the visual cues.

The video starts with a person in a yellow shirt pouring water from a plastic bottle into a clear glass against a backdrop 
illuminated with a blue and purple gradient, suggesting a visually captivating environment. The text overlay on the screen 
reads 'Things you have to look at twice to understand' with a surprised face emoji, setting the theme of the clip. As the 
water fills the glass, the scene transitions smoothly to a scene showing a bridge in Japan, initially appearing to be 
extremely steep and impossible, with cars driving on it, defying normal expectations. The person points to the bridge, 
emphasizing its unusual design, and the background includes industrial structures and a mountainous landscape, adding 
context to the setting.

The audio aligns with the visuals by a male voice explaining that there are things you need to look at twice to understand, 
specifically mentioning a bridge in Japan that initially appears steep but is actually just a normal bridge with a hill. The 
voice continues to describe the surprising nature of these scenes, aligning with the visual transitions in the clip.

The narrative progresses with the person still in the yellow shirt pointing towards the Japanese bridge, reinforcing its 
unusual design. The visual then shifts to a grassy field with several cars parked in the background where a young girl 
with long hair, dressed in a black dress with an orange animal print and black leggings, stands holding a stuffed animal. 
The person in the yellow shirt points towards the girl, suggesting another intriguing aspect to be revealed. The 
background includes trees and a building, indicating a park-like environment.

The audio complements this by the male voice describing another scene where the viewer notices something surprising 
about the girl's skinny legs, which are later explained to be holding a bag of popcorn. This is followed by instructions to 
stare at a cross in the middle of two pictures and focus hard, hinting at a deeper visual concept.

The clip transitions smoothly to a split-screen showing various pairs of faces, each divided equally, suggesting a deeper 
meaning or pattern to be deciphered. The visuals continue to evolve, displaying more pairs of faces in pairs, with the 
person in the yellow shirt pointing at the screen, guiding the viewer through the visual puzzle. The background remains 
plain black, keeping the focus on the faces. The audio complements this by the male voice explaining that staring at these 
images will reveal celebrities transforming into monsters, with longer stares making them scarier, and ending with 
curiosity about the man's identity as he is seen walking on water.

The final segment begins with a person in a black outfit walking on water, creating ripples and splashes, set against a 
deep blue underwater environment illuminated by lights, suggesting an underwater or bioluminescent scene. The visual 
narrative is seamlessly tied to the previous clips, with the person in the yellow shirt pointing towards the water-walking 
individual, indicating a connection or explanation to be made. The underwater ambiance continues, enhancing the surreal 
and mysterious tone.

The audio aligns all these visual and verbal cues by describing the person in black diving underwater and turning upside 
down, tying together the themes of understanding and revealing hidden truths and surprising revelations.

The video cohesively guides the viewer through a series of intriguing visuals and accompanying narration, guiding them 
to appreciate scenes that are initially confusing but, upon further understanding, are revealed to be deeper and more 
meaningful in nature.

The text and visuals remain consistent throughout, ensuring a seamless transition between each part of the explanation. 
The use of visual metaphors and split-screens reinforces the idea of hidden depths and surprising patterns, making the 
viewer reflect on the scenes presented.

…

Figure 8: Case II generated by video-SALMONN 2.
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The video presents a detailed visual explanation of intriguing and often overlooked aspects of various scenes, accompanied by
continuous narration and explanations that enhance the viewer's understanding and engagement.

# Video Description:

The video starts with a person in a yellow shirt pouring water from a plastic bottle into a tall glass against a visually striking 
backdrop featuring a dark blue and purple gradient with geometric shapes. The text overlay reads 'Things you have to look at 
twice to understand' with a surprised face emoji, setting the theme of the video. The scene transitions smoothly to display a scene 
of a bridge in Japan, initially appearing extremely steep and impossible for vehicles to drive on, but upon closer inspection, it is 
revealed to be just a normal bridge with a hill, not as steep as it initially seemed. The background includes industrial structures 
and mountains, adding context to the setting. The narrative then shifts to a grassy field where a person in a yellow shirt points at a 
girl dressed in a black outfit with a stuffed animal, suggesting confusion or curiosity about her attire. The clip culminates with a 
black background displaying two blurred faces with a plus sign between them, hinting at a deeper visual or conceptual message to
come.

# Audio: The narration starts with a man explaining that there are things you need to look at twice to understand, specifically 
highlighting a bridge in Japan that initially appears steep and impossible, but upon closer inspection is just a normal bridge with a 
hill. The man humorously adds that you wouldn't be able to unsee the girl's legs in the grassy field, suggesting confusion and then 
revealing the reason behind it. The audio is accompanied by the man's commentary and some background sounds, enhancing the 
engaging experience.

The video continues with the visual narrative, starting with the same person in a yellow shirt pointing at the girl in the grassy field, 
maintaining the humorous context. The background remains consistent with parked cars and trees. The scene transitions smoothly 
to a black background with two blurred faces and a plus sign, indicating a shift to a new visual concept. The faces become clearer, 
showing different individuals with varied hairstyles and expressions, suggesting a deeper message or pattern to be discerned. The 
visuals progress to show more pairs of faces against the black background, reinforcing the idea of transformation or hidden truths. 
The clip culminates with a person in a black outfit running or walking on water, set against a backdrop of a dark blue gradient 
with light reflections, indicating an underwater or fluid environment. The person in the foreground points towards the individual 
in the distance, adding a layer of intrigue and suggesting a connection or explanation to be made clear.

The audio complements these visuals with the man explaining that staring at the cross in the middle of two pictures and focusing
hard will reveal favorite celebrities transforming into monsters, with the longer the stare, the scarier it gets. He humorously notes 
that by the end, viewers are wondering about the man walking on water, only to reveal he is actually diving and turning upside 
down, adding a surprising twist. The audio aligns with the visual narrative, enhancing the sense of wonder and discovery.

# Video Description:

The final segment begins with the underwater scene, where the individual in black continues to walk or swim on the water's 
surface, maintaining the dark blue gradient background with light reflections. The person in the foreground points towards the 
individual in the distance, emphasizing the connection or message to be understood. The underwater environment is clear, with
bubbles and reflections enhancing the fluid and dynamic setting. The clip transitions smoothly to a more abstract visual, showing 
the individual in black turning upside down underwater, with the background remaining consistent, suggesting a seamless 
continuation and deepening of the visual narrative.

# Audio: The audio features a man describing the underwater environment, where the individual dives and turns upside down, 
concluding the video with a sense of wonder and continuity from the previous clips.

The entire video cohesively blends visual intrigue with explanatory audio, guiding viewers through a series of surprising and
thought-provoking scenes designed to make them see familiar environments in a new light and leave a lasting impression of the 
deeper messages conveyed. The use of visual metaphors and transitions creates a cohesive narrative that engages and stimulates 
the viewer's imagination.

The video is a comprehensive guide to understanding visually striking scenes, encouraging viewers to look closely and think 
deeply about everyday settings and objects.

…

Figure 9: A bad caption generated by the model after 6 gDPO rounds with LoRA proxies, which
contains a lot of patterns like “#Video Description” and “#Audio:” that make the caption unnatural.
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Between Video Description and Video Description #00: Between 0:00 and 0罕⻅的桥, the person transitions from pouring 
water from a plastic bottle into a glass to pointing out an unusual bridge in Japan. As the person does this, the audio 
reveals the same scene: 'Things you have to look at twice to understand,' indicating the video's theme of revealing hidden 
or surprising details. The person explains that the bridge shown is initially confusing from a distance but becomes normal 
when viewed up close.

The person is seen in front of a background image of the bridge, pointing to it as the narration explains its appearance: 
'This bridge in Japan is not what you think it is..." Visual text in Japanese appears in the top left corner, translating to 'This 
is the Cross-Deep Bridge' (这是跨deep bridge), confirming the bridge's identity. As the narration progresses, it mentions 
that the bridge initially looks steep and confusing from a distance but is simply a normal bridge with a hill, though the hill 
is not as steep as it initially appeared.

The audio description matches the visual transition: the person mentions that the person filming was initially confused 
about how cars could drive on such a steep structure but realized it was just a normal bridge with a hill, even though the 
hill is steep from afar. The person transitions between discussing the bridge and then shifts to another scene where the 
same individual in a yellow shirt is talking and gesturing with their hands. The background image changes to show the 
same bridge with vehicles driving on it, and the person continues to explain the context, emphasizing the initial confusion 
and the reality of the bridge's appearance from a distance.

The audio description continues with the person saying: 'Well, once you get closer, it's just a normal-looking bridge 
although it does have a hill but it's not that steep." This aligns with the visual transition from the person pointing out the 
unusual design to showing the same bridge from a distance, where the vehicles and the structure appear normal and not 
steep at all. The narration then transitions to a new topic, moving from the bridge to a girl with leopard print bows in her 
hair standing in an open field with parked cars in the background. The person mentions that the person in the clip noticed 
something unusual about the girl's legs, which turns out to be explained by her holding a bag of popcorn.

The audio description matches the visuals: The person transitions from talking about the bridge to explaining that the 
scene changes to show the bridge from a distance, where it looks normal but is actually interesting. The audio explains 
that the person noticed the girl's legs and realized the reason: 'Okay, next..." This suggests a common theme in the video 
where minor details or unexpected elements require a second look to be fully appreciated.

The audio description follows: 'Once you see it, you won't be able to unsee it. You're probably wondering why this girl's 
legs are so skinny..." This is followed by a man's voice and then a woman's voice, indicating a conversation between the 
two. The woman continues, 'Well, they're just holding a bag of popcorn that blends in with the grass,' revealing the girl's 
unusual appearance is due to the popcorn she was holding, blending with the background and making her legs appear 
skinny. The man then continues the explanation, 'Now stare at the cross in the middle of these two pictures and focus 
really hard," as the audio transitions to a new visual theme with a black background and images of different people's faces, 
suggesting a hidden image or pattern.

The final part of the video focuses on this visual transition. The person in the yellow shirt remains in the frame, now in 
front of a background showing a person running on a bridge at night. The individual points to the background image while 
explaining the hidden detail. The scene shows the person in black running on the bridge with city lights reflecting on the 
water below. As the narration continues, the person describes how staring at the cross in the middle of two faces in the 
background image reveals a hidden image: 'You will see your favorite celebrities turn into monsters and the longer you 
stare, the scariier it gets. Finally," the audio reveals the surprising twist, 'right when you saw this, you're probably 
wondering how the world is this man walking on water...' The person concludes by explaining that the man was actually 
diving underwater, which explains the underwater scene.

The video combines the visual narrative with the audio explanation, guiding the viewer through the transformation from 
simple actions (pouring water and noticing unusual bridges) to deeper, hidden messages and patterns within everyday 
scenes.

The video is a cohesive story about the power of visual storytelling, using familiar scenes to convey complex ideas and 
hidden details that require a second look to fully understand and appreciate.

…

Figure 10: A bad caption generated by the model after 5 classical DPO rounds with LoRA proxies,
which includes strange characters and sentences, like the first sentence in this generated text.
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